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Features:

▪ 96k24BIT sampling rate

▪ Input 15-band PEQ, output 10-band PEQ, high and low pass filter

▪ All-pass filter AIIpass

▪ With FIR phase correction function, the input channel is standard 4*1024Taps, and the output channel is standard 8*512Taps

▪ Standard DEQ dynamic equalization

▪ Support archive encryption function, convenient for factory preset parameters

▪ Support dynamic equalizer

▪ Configurable Dante network digital audio input and output

▪ USB driver-free automatic connection software, support RS232 central control, support TCPIP wired and wireless control

▪ Support Android APP wireless control

▪ Supports network debugging and remote monitoring of multiple machines

Specifications:

1. DSP chip:

Audio System Latency: 2.8ms

Digital to analog conversion: 24-bit

Sampling rate: 96kHz

Input Channels: 4 balanced inputs. line level

Audio interface: XLR head male and female

Input Impedance: 22kΩ

Maximum input level: 16dBu/Line

Output channel: 8 balanced outputs, line level

Output Impedance: 150Ω

Frequency response curve: 20Hz-40kHz(±0.5dB)/Line

Noise Floor: 20Hz-20kHz, A-wt, -93dBu

THD+N: -90dB(@0dBu,1kHz,A-wt)/Line

Signal to Noise Ratio: 108dB(@16dBu,1kHz,A-wt)/Line

USB Micro-B type, free drive

RS232 Serial port communication

TCP/IP network port: RJ-45

Indicator: CLIP, LEVEL, EDIT, MUTE

Power supply range: AC90V---264V 50/60 Hz

Dimensions (L*W*H): 483*215*44.5mm

Net weight: 3.2kg

Working temperature: -20℃--80℃
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